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1 XL®IC

JT4E, end-to-end 7 7R —FIZ X D, DNN N— 2
DHE—FFTIVICEIZ2HBEHZMDPAIREL 72 o
72 01,2,3]. Az a— R E¥E X EE T,
AN e HE»ZNL EOEFRREEREE T, —
¥, PEOBRET— XTI, SWRiktiEr T E
TUDOEEIH L. XA T4 THEEORE IR
EFEORELZITIRTWED, IEXA T4 THHR
T, MUAEEZROFBEOER ZET LY
BB eHEFT LV, ZRICHES> TETFILICE
BEXEZEXA T4 THEOER T —XDPREL
BBH, XA T 4 TEHEOKID RV T, HE
WWEARBREHEENZ V., XA T4 TEHDOINE
I NUHHE, A T4 TERICHARTHEETH
% [4].

BT — 2BV NEFBICBI) 3 EE R T
LCHEBEEND 5. FEife ko T3 FIETI,
Y F—RNBERSEOEF E T T IVICHAE
By, BBWNRESEOEFCTET LV EFAAE XY
% [56]. ETLVORNEL SRERITHEER S Z
YT, BRBICHKIF LR WEER 72 & KRB O A
AREL 725 [7,8]. X BHICHRIATIX, BEICXE2E
FEHIEROHEH LKL, ZFiEDOEH % end-to-end
Fv N —ZICHAEE X E, KEFRSECNT S
HHERMMREZ SO T WA [9, 10].

AL T4 TEFRE—HOKERSECIRZ, i
BRI O TH O SEERERZ HI0 X ¥ 2 FiEs e
RINTW3B[IL,12]. LAL, TRETOHET
X, JEXA T4 T EHEREICHEID X B 2 HE 2,

SRR TW3. ZZTABTIE, SHED
HARANFEGESEHRE B L, HLX ¥ 253 %
ZEBIHR LB EE 7 Tu—F 2 RET 5.

2 [BEEMHSRT

— 309 —

21 BERSEES0M

RERSEICB ) 2 AR TFIEO— OB
ETH 5. Bukhar 5%, FHAFEHIEZFEETT
NDORIKE RGBS IECTHEE XY, vA VLiE
RN FLFEREDREPHESFEIIN T 5 WER Z X
# L7 [13]. Cho 51X, K3 — XT3 % BABEL
25 10 FREDE A % FH W T sequence-to-sequence “E
FOAERZEEXE, Lo 4 SEICHEICX B2 (8]
Kannan 51, 4 ¥ FIZBIFT 2 9 SiEOEF TH¥EE
HRA MY — 3 % EFE end-to-end ET L%
WTC, KEFRSETHI DV FXiEL VL Ry —GE
ICHRS % WER 2t L 7= [14]. Hou 51, 42 S8
TR Z 538 end-to-end ET L2 H X, 14
DRERSFB I EE X210l 2L T, ¥
DEERFEICLEF LG, KEFESED
BB U TEN - EREE RS 2 2 e R L
7=, FREIC, ZEEETALOIEHIC XL 3 KRERSE
E e D EREE DR AT W5 [15, 16, 17].

22 XA T T EERH

JEXAL T4 TERERBIE, SHEEEEIEOR
Y —& ¥ Z8E 0 HERHGi % ZH T 3 72 DICREAR
A[RTH 3 [18]. Tz, IEXA T4 7 EABEIEH
WERBOR TS xIERHARTHHZNS XS
Kol EEELESHOMRTE, XL T4 7
HHE DFSIBMIIEE IR > TW5,

JERA T 4 TEFM T, BEEEICX-> TH
MEREMCTHFE XEXH 3. Duan 1%, H@ED
PR e AL L7 18D 572 % DNN I A4 7 4
TORFEr HARGEZ Y I8 TS BMIT R 52
ETAEHEL, HAANREOEHRHICIBI S
WER % K] X 7= [11]. Matassoni 5%, £ XV 7
FE, FAVEE, HFBOXA T4 TEHECHEEIET:
DNN-HMM BH&E57)1%, A XV T7ANFALVEE A
&2 7 N&GE, FA Y NEEOIERA 74 7EHHIZ
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HR A E T VR I E S,

HARNHEFEDE 7 — & T fine-tuning § 5.

EEEE RO CHEIEX B2 (12, 2L T, MHHRe
LTHELNEIESRL T4 TETAD, XA T 47
FHEEPEBEPEIBEETLVOMREENET S
L.

3 REFEK

A RO IS A afilor HINE LT, %8
DF D HUIEHET S H 7z end-to-end FHRHE T
AMRARAIL, EID 2 SRR T 5. 1%
FHROMEEK | 1R

3.1 FEFSFmAETI

ZSEEHERMRE TN, end-to-end T ARk
ICHE R TH B Conformer [19] ¥ Transformer [20] %
Awnwz., 510 rya—X% 12 ffld Conformer
Jay 7 CTHEL, 73 —X% 6HD Transformer
7 a vy 7 CHi S 5. Conformer ¥ Transformer 12
X23%7m v 7% 256 ROLDEEBEEANY FE
4DFH, 208 RTEDT7 4+ —F 7+ —T7—F %y
MY —2 %D, £F7LIE, Connectionist Temporal
Classification (CTC) & =AM % [FRF I H W Tl
XFET7Ta—K3T5[21,9]. 7a—-FF3TVRIL
Dty M, EFNVICHFFEESELIRETDOEREL
HhaXFEy V2B XK T 2. ZhICk
D, VA=K TA—KXDNRITRXA=XNELTDF
BTHAEINLZEEET VO EAREL 12 5.
ETME, AN STa—RIXREFELHH TR
WL, THILT XA M E@EYRFEEy NTH
T5.
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3.2 HARAREADGERFEE

ZEET N HARNIGEE A T fine-tuning 3
3. ¥F, ZEEETNOEEFEANTA—ZTH
ANEEETTNLDEARAT XA —RENHLT S, X
2, HEAFESFEESLOENEICH LT, Hh
KT HARNFGEE R DY Y RAVBICEE L, %
TR —=REEETHIET S, 2 LT, HARANHEGE
FREEETIVICEE TS, EEBETIE, 10 5iEL
N EEEFHRIB L 2BEOLEEET LV EHAAN
PEEE A ANERICHIC X, HARNKGE S A Elaont
LCHATFE I B2 5BBOEMEEZTANS.

4 RER
41 TRtV

10 57 2 FFHOLEHETALFEH I, 110
Nl —R2EFHLE #FHLZAMa— 2
1X, AISHELL [22], Aurora4, Babel, CHIME4, Common
Voice [23], Corpus of Spontaneous Japanese (CSJ) [24],
Fisher SwitchBoard, Fisher Callhome Spanish, HKUST
[25], WSJ, Voxforge TH 5. 10 FREET L DFEEIC
1 Watanabe S5 W=SEEEMH L /= [9]. % 7=,
42 FREETIVICIE Hou HAHVWASREEYEIE
72 [10]. BEZEBET N BEICHWEEEER 1
WRT. 7z, ¥ET—RIBII2ESHEOHT
22 1TRT.

HA NJEFETS 7 383% 12 1 King-ASR-048 7 — X %
FHW7z. King-ASR-048 1%, Android & iOS O
A EFIRHCHOWTIEE L 72 2 F ¥ ¥ R VD HAR AN
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Y FER. ¥E 7 — X121k, AISHELL [22], Aurora4, Babel, CHiME4, Common

Voice [23], Corpus of Spontaneous Japanese (CSJ) [24], Fisher SwitchBoard, Fisher Callhome Spanish, HKUST [25], WSJ,
Voxforge @ 11 NB a2 — 22 Wiz,

R1 ZBEEETNVICEEIE-5EE 10SBET LD
ENZIE Watanabe S W-SEE 91 2FH L, 42 555
L =2E

EFILDEEFIZIE Hou S5HBFW-SEE (101 L 7=

&2 ZEHBETNVOEAFEL fine-tuning IZBF 3¢5
R —RRE. ¥B Y 7T a— FIZIE ESPnet YV —)L¥ v b
[26] ZfHH L 7.

Model  Languages Hyperparameters Pre-training Fine-tuning
10-lingual de, en, es, fr, it, ja, nl, pt, ru, zh_ch Training
de, en, es, ft, it, ja, nl, pt, ru, zh_ch, Epochs 100 100
am, as, eu, bn, yue, ca, ceb, luo, ka, gn, Dropout 0.1 0.1
42-lingual  ht, ig, jv, kab, kk, ku, lo, It, zh_tw, mn, Learning rate factor k 45 1.0
ps, fa, sw, tl, ta, tt, te, tpi, tr, vi, Gradient clipping 3 3
cy, zu Gradient accumulation 1
Batch size 1,280 32
Warmup step 25,000 25,000
BEMF—AN—2THS. HhrBEAT A TS weighta 0.3 0.3
HA A2 HIVE L 7= 10,983 HiEDIERE AT W3, Decoding
PERENTWVRER T —XDY > 7Y ¥ TR CTC decoding weight A 0.5 0.5
16kHz TH D, 1 Fx >3 LH7zh ORERE R Beam size 10 10
#1179 Kl TH 5. FEBRTIX, Android TIEEL 7= i

F ANV EBFHLE. EEIPEELLRVED T —
% 3DIZHEIL, 80%%F#E, 10%% MAE, 10%%
T A MIHEHALT-.

4.2 FFHRTE

ETFTNLDAINTE B XL ORHEEZ AW, 83
RITFHE D RERE, 80 RILD MFCC 7 4 L& N
YIZE3IRTOEy FREETH 5. FEEIE, 25
ms DEZ 10ms 3227 XV TEDODERELOH
HL 7.

EFAEEOREL T LTV X AI121F Adam %
ERH L7z, Adam 2B 28K Ir X, FHERS
X =Rk, FEEHED IR dnodel, FEARAT VT
B step, VA —L7 v T8 A —& warmup_step &
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Ir=k- d;l%asel -min(step™*->, step - warmup_step~'~) (1)

TRINS.
FEEEGEET B0, ZEEBETILDEEI
X TSUBAME 3.0 2 —X—a > ¥ a—& DEHnT.
223 D AFIWLBIZ Pytorch DS o — 2 D 2 L,
& &F 40 B2 NVIDIA TESLA P100 GPU % #&# L /-
10 EDFHE /) — N ETEFEET ALY E S E .
ZEBETNVOERIFE L fine-tuning IZH1F 587
R —RFEER2IIRT. ZEEETARPHANE
FEETILD¥E 73— NIZIX ESPnet ¥V — )L ¥ v
b [26] Z{EA L 7.

1) https://www.gsic.titech.ac jp/en/tsubame
2)  https://pytorch.org/docs/stable/distributed.html
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3 HARANFFEEH ZEHEYY XH872F 7L (Directly trained), Hq% Ha(%E X ¥ 72 7L (Monolingual), FEE Y HA
RERHERE X2 T (Bilingual), %5 5E% HAEE X872 7V (10-lingual/42-lingual) DEEEH 2 BT % HRELLER.

Speaker No. Directly trained Monolingual Bilingual 10-lingual 42-lingual
CER [%] | WER [%] | CER [%] | WER [%] | CER [%] | WER [%] | CER [%] | WER [%] | CER [%] | WER [%]
1 46.4 70.2 413 60.6 414 61.2 40.3 56.9 40.3 59.7
2 18.7 475 73 19.0 6.7 17.9 6.2 16.3 6.4 17.7
dev 3 28.7 62.6 9.8 245 10.3 24.6 9.3 23.1 9.4 24.0
4 31.0 63.2 16.2 33.6 15.7 325 14.9 313 15.2 32.1
5 27.0 59.7 11.0 25.7 10.4 24.8 9.1 22.3 9.7 23.2
et 6 32.0 64.6 16.0 333 15.5 33.4 14.2 311 14.7 31.4
7 27.6 59.6 7.9 19.4 7.7 18.6 7.1 18.0 7.8 20.6
8 47.6 87.6 9.7 26.3 9.4 244 8.8 23.6 8.5 24.6

Ra Wilty b dev) LT ALy b (test) RIKTEH
L7z CER ¥ WER O L&,

CER [%] WER [%]
dev | test | dev | test
Directly trained | 31.1 | 33.5 | 60.8 | 67.9

Monolingual | 18.5 | 11.2 | 34.3 | 26.2
Bilingual 18.4 1 10.7 | 339 | 25.3
10-lingual 17.5 | 9.8 | 324 | 23.8
42-lingual 17.7 |1 10.2 | 33.2 | 25.0

Model

4.3 {EREFT

RRFEOHNMMEZBELS 5720, HANKGE
EEFE S BTSN, KEEERREANEESEET
NV, HEE HARRE Z FAIHE ¥ 70 L MERE
L 72, S3GEERHAREZ W FATEE I, 2
BHRETNER T - RICBT 2 HAEOY 7
ty bW T AR DFHMTEE X CER &
WER TH 5.

5 FER

HARANEGES B BEYE ST, %iEx
HAEH X E T, HiE L HAGEZ Haiey
HEEETN, BEFIEOKGEE I T S CER &
WER 2K 3I1RT. /2, Mifty b7 Aty
N 2fRI2B1r % CER ¥ WER D% R 4 12”7,
HATEE R, HARAEGEESHERRICBI2E7 L0
MEREZ KIEICEGE L, HARANEGESE S 2 EE Y
SEETN, FEELTERFEIELET L, K
B HABRHEEXEETLDOT A LY b
BB CERIZZN 2335, 11.2, 10.7 TH-7T=.

¥/, BRFHIELETVOHPT, ZFELY
BXEZ10ZEETILL 2 SEETMZ, FED
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HAZECTHMYE I -EFTLOMREEZ X512k
Flofz. ZAUTEKD, ZFFEPOEE LILHRE
FRBAGKOMEIGD, HARNKGESHRGICERT
HBZEBThoT.

X5, 10 ZEET VL 2 SEETLEIKL
7222 A, 10 EBETANE VML R L 7.
R EFEBETADPEE LIEHARBE, ETLDF
A =R LU TILETH D, NRSFEDEH B
BEN ZERAREED B 5.

6 HHDHIC

KT, ZEEBET LV E2HARANEES SR
FRICHEISXE B E 7 Tu—F R L L.
Conformer ¥ Transformer % F W THEZE L 7= end-to-
end BT T VICEBEEDOE A 2 HA¥H X
¥, HARANJGEE AT fine-tuning U7z, B RIMEMGE
Dz, HARNRGEZEHESE I ELET L, HEE
PEHEAEE XTI, JEEY HARGEE HRi22E
SEET VR L. ZOME, 2RO
S HEAFE I LET UL, HAANRGESH -
BEEFE ST VOMREEZ RKIEICHE L. £
7z, MEFRE, HELUOFIFEIEZET L,
KRG HAGBZHEH I BT VOMREZH L
WARTEES7. ZRSDFERED, ZHOSED
LRI LHFHERADOBEISD, HARNEGES FHR
ICEMTH L e gholz. S5%IX, ZEED
B bEORMEZEE L, HARANFERES HEHRIC
Xt UTCRIRINCTEHA T 2 HEZ MRS 5.

A EE

ARWFFEI, JSPS BIHTE 20H00095 DB % %21 7=
HEDTH 3.
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